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LAN Default IP
IP Address : 192.168.10.1
Subnet mask : 255.255.255.0

Cross Cable

LAN Port

1. It is the way to connect to GSM G/W via LAN port

2. The factory default of LAN port
- IP Address : 192.168.10.1
- Subnet mask : 255.255.255.0

3. After set PC with same IP address subnet, connect to GSM G/W
- Connect PC to GSM G/W using Cross UTP-Cable. You may use Ethernet switch with normal UTP-cable
- Enter IP address 192.168.10.1 on your web browser
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WEB Connection

1. The screen of Web connection

» The Shown log-in screen is connection to Web page.
Connect to 192.168.10.1 |5 Please enter the below log-in information

[l

ID : root
Password : router

addPac

User narne: | 7 | v |

Password: | | |=—:| F— :=—|

[ | Remember my password - e

| ' -
L 8] 4 J ’ Cancel J g _ E.-:..:__ -
I_ el
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1. WAN Setup -1

* Language

= AR Setup

= MAT

= NTP

= File Browser

(D WAN Setup

@

| WAN & Tunneling Setup

WAN Setup

Hostname &/

@ static P&

) PPPoE(ADSL)

O DHCP &/

[ vian

VVAN Link Control &

MAC(Hardware)
Address &

551002

IP Address  [17217.206.208 |a@g.cD

Metwork Mask 25525500 |a@cD

Default Router1721711  |a@cD

[ Ieriman DS server
[ |secondaryDNS Server

DME Server

Username | |

Passward | |

& (Mo Authentication)
Authentication & PAP (PPP Authentication Protocal)
3 CHAP(Challenge Handshake Authentication Protocol)

T Eo—
& auto
Speed < 100 o

@ manual
Duplex < full O half

LW T i ]

« Apply

-Hostname : Enter the device name of GSM G/W

-Static IP
-PPPOE(ADSL)
-DHCP

* Please make sure to press the apply button for saving

AddPac
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1. WAN Setup -2

m @ r——"
=) Mone{Disable Tunneling, defaull)y

(7} PPTP(Foint-bo- Poind Tunneling Frolocoly

* Language
User name
WAk Setup Password
= AR Setup ) (Mo Authentication)
. NAT AuthenBication (O PAPPPP Authentication Profocod)
O CHAP(Challenge Handshake Authentication Protocol)
= NTP ) Mone {Defaull
= File Browser Prone Mumber () Hostname (Use hastnarne 35 phane numbern
2 User Defing
Scurce FasiEthemeln
Destination AB.C.D (Tunnel End Paint Address)

") Walce and Data Use Tunnel inferface {defaull)
Saidci O vkt Ul Tunnal bnberface, Dala LUse Eshemat Inberface
() Data Uze Tunnel interface, Voice Lise Ethemet interface

o Apply

@ PPTP ( Point-Point Tunneling Setup)
- PAP ( PPP Authentication Protocol) , CHAP (Challenge Handshake Authentication Protocol)
- Source : Setup the interface to connect with PPTP server.
- Destination : Enter the Tunnel End Point Address regard of Source.
- Service : Decide whether to apply Ethernet interface regard of Voice and Data communication.

* Please make sure to press the apply button for saving
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2. LAN Setup

Comen o L setp

* Language

= AR Setup
= BAT

= BTF

= File Browser

) None

) 1P Share (IP Connect)

IP Address  |192.168.10.1 AB.C.D (default 192.168.10.1)
Metwork Mask|255.255.255.0 AB.C.D (default 255.255.255.0)

@ static [JEnable DHCP Server
Default Lease TimeD {in seconds, default 26400.1 day)
Address Range | |_|

« Apply

LAN Setup

- IP Share (IP Connect)

- Static : 1. Setup LAN 1 Port Static IP
2. Setup DHCP Server

* Please make sure to press the apply button for saving
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GSM Setup

GSM Dial Plan / Prefix
GSM Extension

FXS Extension

Hotline
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1. GSM Dial Plan / Prefix -1

| GSM Dial Plan / Prefix

* Protocol Port Infomation

* Server SIP
= Server H.323 Port
* SIP Registration SLOTO

* H.323 Registration o

* FX5 Extension
* 35M Extension

PO P1

FXS

P3

FXS

= DTMF/CODEC o 5
Index@ Digits to Insert &' Mumber of Digits to Delete Lt Digit Pattern L] Control&

* \olP Dial Plan

GSM Dial Plan / Delete
= Static Houte
« Hot Line v~ el
Prefix Table

index & Prefic & 2nd Prefix 2 Planindex & SiotiPort & Control &

Dial Plan / Prefix : Setting for making outgoing call to GSM Networks using FXS or VolP

P00 -

@ Plan Table : Outgoing call to GSM network can be made with number conversion
@ Prefix Table : it is for outgoing call to GSM Networks. Both 1 Stage and 2 Stage are available

1 Stage : Making call after hearing the first dial-tone. Setting Prefix field is required
2 Stage : Making call after the second dial-tone. Setting 2nd Prefix field is required.

Delete

Apply

In case of 2" stage using, the Prefix can be used a number for hearing the Second dial-tone

AddPac
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1. GSM Dial Plan / Prefix - 2 (Example)

Plan Table'@

Mumber of Digits to Delete &

Digit Pattern'& | Control €'

4

025683848 |

It is required to set the same number

on Plan Index of Prefix Table and
Index number of Plan Table

Delete
0 ] r [ r
Prefix Table &
@
§ - — ] assssmsnans L § -
Index'& v| Prefix & 2nd Prefix & E Planindex® * SiotPort' Control' &
- .
0 T . NLA. C 10 O
.
.
1 9 T H NLA. . 0 [l
. .
L]
2 025683848 : o] = 0/0 (]
S ssssEEEEEEEn "
Delete
|0 v[ | | s =] IF'[J:[J v[ Apply

AddPac
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@ Digit to Insert : inserted Number
Number of Digit to Delete : Number of digit to delete
Digit Pattern : Number to apply for conversion

@ Prefix , 2 Prefix : Setting method of 1 stage and
2 ct

ctano
LLayc

(ex : Prefix - T > 1 stage method - Forward call
immediately

Prefix - 9, 2nd Prefix - T > Whe press 9, it is the
method to press dial after hearing 2" dial-tone

Planindex : Set index applied for Plan Table
SlotPort : Set GSM port

10




2. GSM Extension -1

| GSM Extension

* Protocol

Port Information

Port

* Server SIP

PO P P2 P2

sLoTO GSM GSM FX8 ZE
s Sewer H323 GSM Extension Configration
* 3P Registration

. . Index & Port@ Numbers & Preference & Huntstop & Select®
* H.323 Reqgistration =
= FXS E}den_ — I [0 O posly
+ Gsr'd Eﬂenslnnl GSM Extension with Translation
* DTMFICODEC
Port Destination Pattern Digits to Insert MNumber of Digits te Delete

= VoiP Dial Plan — - o
* (35M Dial Plan P g
* Static Route [# poty |
= Hot Line

GSM Extension Configuration
: Register GSM SIM Number
: Other party's number can be registered with Call back Service
- Index : Sequential number for each extension.
Existed number makes configuration modified
- Port : Select port to set up
- Numbers : Register SIM number or mobile phone number
to use callback service

AddPac

GSM Extension with Translation
: Use to convert mobile phone number for callback service
- Destination Pattern : Enter mobile phone number to convert
- Digits to Insert : Insert number to make calling number
- Number of Digits to Delete : Delete number to make calling
number

ex) Destination Pattern : 025683848
Digits to Insert : 82
Number of Digits to Delete : 2

Result : 825683848

www.addpac.com
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3. FXS Extension -1

. I FXS Extension

Port Information
* Protocol

* Senver SIP @ s:,:o G:UM :s

* Server H.323 s FrO/ESM s e

» SIP Registration 7S Sxiension Configuranen

* H323 REQiEtFEItiEIFI Pots Mum ‘& Port'e rMumbers & Preference & Huntstop & Control &
. @ 1512 04 1000 o e =
* G5M Extension Fo =] o =] = T:::
= DTMR/ICODEC

* YolP Dial Plan

= 3SM Dial Plan

= Static Route

* HotLine

@ The each port information of GSM Gateway

@ FXS Extension : Set the number of phone on FXS port

- Index : Enter number in order. Please make sure not to be duplicated

- Port : Select FXS port to be set

- Numbers : Enter FXS number

- Preference : Set priority for each number.
If there is the same number at two ports, a port is selected by this priority

- Hunt Stop : It is a function of forward a call to other party in case of unavailable receiving call.
Activation of this function is recommended

Addec www.addpac.com



3. FXS Extension -2 (Example)
| FXS Extension

Port Information

Part PO P1
SLOTO GEM FX3
Fx3 FXO/E&EM E1T1 GSM
FX5 Extension Configuration
@ |Pots Num¥€ Port® Numbers & Preference & HuntStop & Control &
1512 oM 1000 0 X [
Delete

i A R— a

@ Set the number to be used for FXS 0/1 port (ex. 1000)

« Setting number on each FXS port is required, so that Dial-tone can be heard on phone.

AddPac www.addpac.com 13



AddPac Digit Structure

% Digit Structure

- 9T : All number started with 9 as the first digit

- 4.. : Three digit number started with 4 as the first digit

- [2-9]T : All number started with 2 to 9 as the first digit

- 00[127]T : All number started with 001, 002, 007 as the first digit

** T : Accept all number entered within Inter Digit Time (Default IDT : 3sec)
** Dot(.) : One dot(.) means one digit
** [ ] : The range of number

¥ Rule tranfer

- Digit pattern : 025683848 / Digits to insert : 82 / Number of digits to delete : 1 > 8225683848
- Digit pattern : 00[127]T / Digits to insert : 123 / Number of digits to delete : 2 > 123[127]T

- Digit pattern : [2-9]4... / Digits to insert : 823848 / Number of digits to delete : 3 > 823848..

Addh‘ www.addpac.com
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4. GSM Setup > Hot Line -1

- Protocol @

* Server SIP

= Seryver H323 Hot Line Configuration

* SIP Registration Port ot Line Namber @ rgtinput Tmeout <0~10 sec- @
* H.323 Registration

= FX5S Extension HLEA

= (35M Extension SOP1(S) - 0 -

* DTMF/CODEC

* %olP Dial Plan

* (35M Dial Plan

= Siatic Route

@ Hot Line Configuration : Connect incoming and outgoing call directly
- Port : It means GSM and FXS port
- Hot Line Number : Forward call to entered number
It connects to the number of GSM port in case of receiving call (Direct Incoming call)
- Digit Input Timeout : Time to make call to the Hot Line Number when user doesn’t any action after off-hook

Addec www.addpac.com
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VoIP Setup

1. VoIP Setup
- Server SIP
- Server H.323

2. DTMF/CODEC
3. VolIP Dial Plan
4. Static Route

www.addpac.com
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1. Protocol ( SIP or H.323)

* Senver SIP

* Server H.323

* S|P Registration
#* H.323 Reqistration
* FX5 Extension
* G5M Extension
DTMRICODEC
* YolP Dial Plan

= 3SM Dial Plan
= Static Route

* HotLine

@ Protocol
- Setup SIP or H.323 Protocol.

AddPac

| Protocol

® SIP(Session Initiation Protocol)
() H.323(ITU H.323 Protocal)

o Apply

www.addpac.com
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1. Server SIP

® R
I. SIP (Session Initiation Protocol)

= Protocal Use SIP Server & OYes @No
u Primary SIP Server & | |[p960 |seweraddress and Port (default 5080}
* Seryer H323 SecondarySIPServer® | |5080 |Severacdress and Port (default 5060)
* S|P Reqgistration Local Domain name & L l(sPusemparofautmentication)
* H.323 Reqgistration St Sigrating ori@ G0 Jidohaiisons; bolien - hooasa)
. FKS EHtErIEiUrI Register Expiration @ E(m seconds, default 80, between 10 to 86400)
* GSM Extension Session Re-Fresh & @ INVITE O UPDATE
IR Session Expire Time & 1800 | in seconds, defaull 1800, between 30 1o 83400, 0 = disable)
= VolP Dial Plan
* GSM Dial Plan " g 7 e 0 8040
» Static Route Click
* Hot Line e |
@ SIP Server

-Use SIP Server : Select using SIP Server. Please click “Yes” to use SIP server

-Primary SIP server : Enter IP address of Primary SIP server

-Secondary SIP Server : Enter IP address of Secondary SIP server. The secondary server is activated when Primary
SIP Server is not available

-Local Domain name : Enter local domain when it is required on server authentication

-Default setting is recommended for other field

Addec www.addpac.com



2. SIP Registration -1

@ s Regrton

* Protocol
* Server SIP
* Server H.323

[SPRegsmaiol— . — — E— E— o -
dizlaion — — —

I D O
#* H.323 Reqistration

* FXS Extension

» GSM Extension [ oy |
* DTMFICODEC

* YolP Dial Plan

= 35M Dial Plan

+ Static Route

* HotLine

SIP Registration Configuration

Port® E.164 Number® User Name @ Password @ DisplayName' @ HuntStop &) Reg®@

@ SIP Registration Configuration

-E.164 Number : Enter SIP authentication number

-User Name : Enter authentication ID

-Password : Enter authentication Password .

-Display Name : Use it when virtual number

-Reg : Checking this field is required to get authentication from SIP Server

-Hunt Stop : Forward call to other party when port is unavailable. It is recommended to use it.

AddPac www.addpac.com 19



2. SIP Registration -2 (Example)

' | SIP Registration
@

59 Regetraton Conbguration
Poie E $64 Humber Liser Mama Password e Desplapiame
| ) Fm |'|i'3-'| |l-ln-uur|u- 355333.15
wy | | [ [

@ Please click the apply button after enter information of SIP Registration
- You may check status of registration with reload web page using F5 key

AddPac

Regll  HunSip
7] F
r I

APz Techaniogy
M- GE1002_G2
HAW Version | 20
82 Version - &0y
Smartieb Warcion 1.4
Smart Web Belld - Ao 132040
Violos Inbedacy

B2k
Protacol ; SIF
Salus - Regisieeed
CumendCals O Cal
Hstwork . Stae 172978081
¢ Addrecs: (082 24000000
UnreadMessage

L]

PR

Information

AddPac Technology
Model : GS501_G2
H\W Version - 2.0
S Version : 8.00g
Smart Web Version : 0.4
Smart Web Build : Apr 13 2010
Voice Interface
G{2)302)
Erotocaol - SIF

Status : Registered

www.addpac.com

CurrentCalls: 0 Call
Metwork : Static 172.17.109.1
Mac Address: 0002 .a400.0000
Unread Message:

PO:0{0)

PO:1{0)



1. Server H.323

* Protocol

* Senver SIP
* 3IP Reqgistration
H.323 Registration
FXS Extension
GSM Extension
DTMFICODEC
= YolP Dial Plan

= G5M Dial Plan
= Sfatic Route

* HotLine

@ Server H.323

@ | H.323 (ITU H.323 Protocol)

Use HIZN Server W

Primary Gaiekeepsr 4

Secondany Gatelesper W

HI M

LAY Sagnaling Peay

12 Cll sseT micds W

HIF) Tumnel mods W

Oves SMo
1@ Sersr addness and Pod (detaull 1713)
1740 Saremr address and Pod (dedaull 1715)
weoip 17277 206 308 (320 Idenilel BiiRg)
T [ttt AT 20, Lt 1 10 B553E)
) Fast L) Show

(D Enatls T Disabie

-Use H.323 Server : Select using H.323 Server. Please click “Yes” to use SIP server
-Primary SIP server : Enter IP address of Primary SIP server

-Secondary SIP Server : Enter IP address of Secondary SIP server. The secondary server is activated when Primary

SIP Server is not available

AddPac
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2. H.323 Registration

@ | H.323 Registration

* Protocol

* Server SIP H.323 Registration

* Server H.323

* S|P Reqgistration Porte Number&)! HuntStop &/ REG
*[H.323 Registration|— - S0P ] O O

* FX5 Extension

* G5M Extension
* DTMFICODEC
* YolP Dial Plan
= 35M Dial Plan
= Static Route

* HotLine

« Apply

@ H.323 Registration Configuration

-Number : Enter H.323 authentication number

-Hunt Stop : Forward call to other party when port is unavailable. It is recommended to use it.
-Reg : Checking this field is required to get authentication from SIP Server

Addec www.addpac.com
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1. VoIP Dial Plan -1

| VolIP Dial Plan / Prefix

SR O [Carraes |

. SEWEr SlP Index'® Dlgltsm\nsen‘@‘ NumbernfDlg\tstoDeIete'@' DlgnFartern@ Control &
* Server H.323 Delete
= S|P Registration = E= L Adg
. . :
H.323 Registration @Iml
= FX3S Extension
Index® Prefix® Planindex & Control @

* G5M BExtension
* DTMFICODEC
. R
= 35M Dial Plan

= Static Route

* HotLine

@ Plan Table
- Digits to Insert : Number you want to enter
- Number of Digit to Delete : Number of digit to delete
- Digit Pattern : Number to apply for conversion

@ Prefix Table

- Prefix : Number to make VolP call
- Plan Index : Make the same number with Plan table

Addpa‘ www.addpac.com

Delete |

Apply
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1. VoIP Dial Plan -2 (Example)

Smart Web Manager

I VolP Dial Plan / Prefix

= MNetwork Setup

= Language ©

« PPTP Plan Table

= NTP EEssmzamas

: Index' @ : Digits to Insert'® Mumber of Digits to Delete' @ Digit Pattern @ Control'®
.
T . e -

= Protocol : v

= Server 8IP . » Delete
u

= 3IP Reqgistration LI TN AR RN

= FXS Extension 0 LI I I Add

* GSM Extension
= DTMFICODEC
* VolIP Dial Plan

Prefix Table & LissEEEEsEEEEE®m

It must be the same with Planindex

.
= GSM Dial Plan : : : Number
= Static Route Index'& Prefix @ : Planindex &

* HotLine .
o 0o[1-71T = o = r
. u
. .
Advanced (-] : : Delete
« Gain & CID S ssssmsnsmmnmn’

= GSW PINS [o =] [NaT=] Apply

- Fax

Addec www.addpac.com



= Netwark Setup

(L)
[T Static Route

. ;i’;i“age Set Remote Site Call{5-cligit number is set to begin *2->"2...)
.
* NTP
_ - 4 o Delete Digit B
No  Remote Site P& Preix@ InsertDigt® o Name of Remote Site @ Anawer Addr Control
* Protocol I I I I I I i
* Server SIP

* SIP Reqgistration
* FXS Extension
* GSM Extension
* DTMF/CODEC
* YolP Dial Plan
. 1 Dial Plan

* HotLine

AddPac

(D Static Route : : User can forward call to other party after enter IP address of them.

It can be done without SIP Server or other system

-Remote Site IP : Enter IP address of other party device
-Prefix : Enter number of other party

-Insert Digit : Enter number of digit to add

-Delete Digit : Enter number of digit to delete

-Name of Remote Site : Enter name of other party’

www.addpac.com
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2. Static Route -2 (Example)

Smart Web Manager

| Static Route

* Network Setup
* Language
s PPTP

Set Remote Site Call{5-digit number is set to begin *2->*2...)

* NTP
s - -~ Delete Digit =
No  Remote Site IP& Prefix® Insert Digit& © < Name of Remote Site &

_ 0 172.17.110.85 025683848 82 2 AddPac

* Protocol
* Server SIP
= 5IP Reqgistration

Answer Addr

Control

-

Delete

* FX5 BExtension = | |
* GEM Extension

* OTMF/ICODEC

* VolP Dial Plan

* GSM Dial Plan

* Static Route

* Hat Line

* Please press the apply button to save

Addec www.addpac.com
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Apply
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3. DTMF/CODEC

Basic (=]

* Protocol

* Senver SIP

* SenerH.323

* 3P Registration

* H 323 Registration
= FX3 BExdension
* G3M Extension
= YoIP Dial Plan
= (35M Dial Plan
= Static Route

* HotLine

AddPac

DTMF/CODEC .
0 @®Video Codec
-Select voice codec to be used
Preference 1| Mone hd
Preference 2| None v
: © Preference 3| None = @ DTMF REIay mode
VM EDRLe ettt i None 7 -Select DTMF relay mode_.
Preference 5| None ¥ (Default : Out-of-band Signal)
I Freference | Mone N I
* Please press the apply button to save
O DTMF relay by In-band voice
DTME Relay mode@ ODTMFreIay by RTP payload t.!eﬂned by RFC 2833
() DTWF relay by Out-of-band signal
ODTMFreIay by Cisco out-of-band signal
|« Apply | 1711alaw : G711 a-law Codec Type(64 kbps)

J71ulaw : G711 u-law Codec Type(64 kbps)
a7231r583 . G723.1 Codec Type(5.3 kbps)
Q723163 . G723.1 Codec Type(6.3 kbps)
g726r16 . G726 ADPCM Type(16 kbps)
g726r32 . G726 ADPCM Type(32 kbps)

Q729 G729 Codec Type(s kbps)
‘Mone

www.addpac.com
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AddPac

Callback Service

1. WEB Callback Service
2. GSM Callback Service

www.addpac.com
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WEB Callback Service

Analog &
Phone GSM Gateway

—

v GSM Terminal

IP Network
(WAN)

WEB Callback Service
: GSM G/W makes call between receiver and sender remotely via Web page.
WEB Callback calling number white list and Source number(call sender) must be the same

www.addpac.com 29



GSM Callback Service

Analog
Phone

3

FXS }5

GSM Gateway = Call back
White list

GSM Terminal

2000

Destination number(2000)
Source number(1000)

GSM Callback Service
: The mobile user listed on the Callback white list can receive call back after disconnect the call by GSM G/W

AddPac www.addpac.com 30



1. WEB Callback Service -1

Advanced ) | GSM WEB Callback

- Gain & CID ()] [P—

* GSM PINS el o Corat

* GSMUSSD Deite

* Fax i s

* Senice

« Filtering @) | e taasr®

* Security Dentrialicn Rssees b CPRp— Contrsl
{ WEB Callback_| Aoy

= 33M Callback

(D Calling Number White List : Enter number of WEB Callback user
- Index : Sequential Index number. Entering the existed number updates the same field.
- DialPattern : Enter number to register to use WEB Callback Service

@ WEB Callback :
- Destination Number : Enter number to receive call
- Source Number : Enter number of call maker. It must be the same as Dialpattern number
- Apply : Connect call between sender and receiver. Waiting tone is heard until call connected

3% You must need CID Enable to use Callback service.

Addec www.addpac.com



1. WEB Callback Service -2 (Example)

DialPattern must be the same as
Source Number

Calling Number Whitelist &
Ca .
index'& DialPattern & Control
i} é 500 E [
.............. —
0 - - Add
WEB Callback &
o EEEEEEEEw i
Destination Numbers &/ = Source Numbers'® 2 Control
H

2000

n -
= s0 I A
: :

Check status of calling with executing
WEB Callback

AddPac
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2. GSM Callback Service -1

[ GSM Callback

Advanced [~

= Gain & CID @ Calling Number Whitelist &
* GSMPINs Group'® Index & DialPattern & Control @
= G3M USSD Delete
* Fax o — S »

= Senice

* Filtering
* Security
= WER Callback

* G3M Callback

Callback &

GSM Port &
PO:0

PO:1

My Number &

WhitteList Group'&

NA. -

NA -

Apply

(D Calling Number White List : Enter number to use GSM Callback
- Group : Enter Group Number (default : 3)

- Index : Sequential Index number. Entering the existed number updates the same field.

- DialPattern : Enter mobile phone number to use callback service

@ Callback :

- White List Group : Enter group number of port to be used

AddPac
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2. GSM Callback Service -1 (Example)

| GSM Callback

Calling Number Whitelist &

Register number to use Callback

.
* DialPattern'@

o
= 01099116545

Service

T
GSM Port @ My Number & . WhineLiatGrnup'@":\
=
g
PO:0 2 3 - ot
...............
P01 NA v
gHOF oAR

Apply

AddPac

ié Update Success

Enter group number of port to be
used

Please press the apply button and
check pop-up screen

www.addpac.com
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Advanced Service

w N -

Black /7 White List
LCR

CNMS
IiIVID

1VI

www.addpac.com
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1. Black List / White List-1

| GSM LCR / Black List & White List

LCR = @ BlackList'?

F Black & White List | \ ndex & DialPattern &

* Time Interval
* Tariff Group
= LCR Test

@ WhiteList &/

Control

Delete

Add

Index'& DialPattern &

Control

Delete

Apply

@ Black List : Reject call from specific number
- Index : Sequential Index number. Entering the existed number updates the same field.
- DialPattern : Set number to reject

@ White List : Allow call from specific number

- Index : Sequential Index number. Entering the existed number updates the same field.
- DialPattern : Set number to allow

Addec www.addpac.com



1. Black List /7 White List-1 (Example)

| GSM LCR/ Black List & White List

- BlackList® &

Black List : Reject call from specific
number

Index E DialPattern & E Control
0 . 1000 . &
"passssnnnnnnl
Delete
. Add
:-lll.lll!ll:
:WhﬁeListM .
piEEEEEEEEEE N,
Index & * DialPattern® = Control
L L]
0 = 2000 . ]
IR R RRERRRRERNLI
Delete
S Apply

AddPac
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% Please remind that all of call except the
number listed on White List is not available
when white list function is activated
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2. LCR(Least Cost Routing)

Black List & White List
: The function to reject and to accept calling for specific number

GSM LCR Time Interval
: The function to allow user to make call on GSM networks at specific time

GSM LCR Time Tariff
: The function to check the available time and used time. Set Restore Call limit

GSM LCR Simulator
: The function to test call function to virtual number via WEB GUI

Addec www.addpac.com
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2. Time Interval-1

LCR ) | GSM LCR/ Time Interval Group
* Black & White List @ [Fmemtera®
F Time Interval >
= Tariff GFDIJD Gruup@' Days@' Starﬂ'lme(hh:mm}@' Endﬁme(hh:mm]@' Control
* | CH Test Delste
0~ weekend 0 ~0 - 0 ~0 - Add

@ Time Interval : Set date and time to use LCR
- Group : Set Time Group (Default : 0)
- Days : Set day to apply LCR

(weekdays / weekend / Monday / Tuesday / Wednesday / Thursday / Friday / Saturday / Sunday)

- Start Time : Set time to start (hh:mm)
- End Time : Set time to end (hh:mm)

Addpa‘ www.addpac.com
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2. Time Interval-2(Example)

Description

| GSM LCR / Time Interval Group

Group O : Available time is Monday to
Friday, 9AM to 6PM

Timelnterval &

E Gruup@ Days@' Start'l'lme(hh:mm)@ Endﬁme(hh:mm}@ E Control&!
. .

5 0 Weekdays 09:00 18:00 = ]

S NN NSNS NN NN NN NN NN NN NN NN SN NN NN SN NN NN NSNS NN EEEEEEEEEEEEEEEEnnnl

AU TN RN EEEENEENEEERENREEEENENEE IR NEENENNSNRE NN NRANEENNRNERNEENEENREESEESEEEEEEEEEEEEEE

0 1 SUN 10:00 13:00 & [

0 .

0 .

. 1 SAT 10:00 13:00 c [

g =

\I}ele‘re Description
0~ weekend 0 0

- - - 0 0 - Add Group 1 : Available time is Saturday and
Sunday, 10AM to 1PM
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3. Tariff Group-1

LCR

* Black & White List
* Time Interval

¢ Tariff Group

* LCH Test

| GSM LCR / Tariff Group

@ Tariff Group &

Restore Call Limit

Accouting Period Free Quota
Control

/ Group®  Time Group @
Type @ RestoreDay @

daily

0 - 0.
@ TariffPort &

- 1 -

First(sec) & Others(sec) & Voice(min) & SMSEA)E

Delete

Add

rort &
PO:0
FO:1
PO:2

PO:3

@ Tariff Group : Set Time Group and toll-free limitaion
- Group : Generate group

- Time Group : Select group generated at Time Interval
- Restore Call Limit : Set point to restore set limitation

- Accounting Period : Tim period to charge (sec)
- Free Quota : Set toll-free time (min)
@ Tariff Port : Apply information on Tariff Group to specific port

AddPac

TariffGroup ¥
NA »
NA -

NA -

NA. -

www.addpac.com

41



3. Tariff Group-2 (Example)

| GSM LCR/ Tariff Group

Restore Call Limit
- Type : monthly or daily

Tariff Group ¥ / - - Restore Day : Set date
Accounting Period

E...-...-R.E;t.ur-elcla.”li.rn.n.-...-...-...-..rclc;u.ti;;;e.rilujl.-...-...-...-..F.r;;a;;t;..-...lli - Flrst : Ir]ltlal perlod-to charge
Gruup@ Time Gruup@' . H Ci - O_the_l’s - Sef:ond perlod to Charge after
. Type® RestoreDay & First(sec) & Others(zec) & oice(min) & SMSE.A )Y . the initial period
o ] : th 1 30 10 300 100 . e QUOta
;....rn.D:.r:‘.....................................................................: -VOice:TOII_freecaIItime
o - SMS: Toll-free SMS
G 0~ daily v £ I | Add
TariffPart &
Port& i TaniffGroup® . -
- e Tariff Group : Set group to port
PO:0 . ¢ - :
PO:1 H NA - .
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4. LCR Test -1

LER it ®|[LCR Testo

* Black & White List

= Time Interval / Caller: &
Start

= Tariff Groug
b LCR Test

Called Humber: &

@ LCR Test : The function to make call to virtual number for testing
- Caller : Enter number of sender
- Called Number : Enter number of receiver
- GSM Networks status can be monitored to make virtual call

Addpa‘ www.addpac.com



4. LCR Test -2 (Example)

| LCR Testo

Calle: @' 1000

Called Number: &/ 2000
lnmssssssssssssssssEEEEEssEEEEEEEEsEEEEEEEEEEEEEEEEEEEEEEEEEEE,

« 1= LCR: .
< 2»LCR:==GSM LCR(Least Cost Route) Simulator Start == .
= J=LCR: .
< 4=LCR: — src digits : 1000(GSM) = dst digits : 2000(GSM) .
< &= LCR:— MatchAllProcess After Sorted :
= 8=LCR: =0> id(4584) dest(T) prefer(0) selected(1) .
< T»LCR:—Trying : <0> id(4534) dest(T) .
< &= LCR : — Error : Denied by Time Interval Restriction -
= S=LCR: .
= 10= LCR : — Result : Fail =
< 11=LCR: .
< 12= LCR : == GSM LCR{Least Cost Route) Simulator End == .
< 13=LCR: :

BN NN NN NN NS S NSNS NSNS NN NSNS NN EEEEEEEEEEEEEEEEEEEEEEEEEEEE"

Problem can be monitored to make
virtual call

The above message is shown that failure occurred by time interval

Addec www.addpac.com

44



5. SMS -1

@

GSM SMS / InBox

* SMS Inbox /

* SMS SentBox

number of messages are 0 POD - 0K

Index Sender

Received Message Select

Delete

* SMS New Message
* SMS Failed Box

Received messages will be saved.

@ |

GSM SMS / Sent Box

number of messages are 0 PO:0 - oK

Index: Sender

Received Message Select

Delete

Sent messages will be saved.

% The number of message can be stored in InBox, Sent Box and Fail Box is 17

AddPac

www.addpac.com
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5. SMS -2

@ || GSM SMS / New Message

—  Laesizz s B0 characiore

Phone Number

Message
Port -

* SMS Inbox
= SMS SentBox

You may send the messages.

* SMS New Message

* S5 Failed Box

\

©) 1 GSM SMS / Failed Box

number of messages are 0 P00 v 0K

Index Sender Received Message Select

Delete

Failed messages will be saved.

3% SMS Support Language : Korean, English, Russian, Spanish and Portuguese

Addpa‘ www.addpac.com
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AddPac

Advanced Service

B~ Ww N

Gain & CID
GSM Pins

QM RanAd
\J (@8 V|

JIivl LIJQAL 1]

BTS
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1. Gain & CID
Advanced [~
=[Gain & CID ®| Gain & CID@
* GSM PINs
Gain
* G3M USSD :—I—.
- F-'EIJ{ Port Port Type \ﬂputdam dulpulGain Caller ID
= Senvice PO Gsi | o -
* Filtering PO:1 GsH 0 7 [ = -
* Security e e 0= O | B
PO:3 FXS 0 = [o =l ¥

* WERB Callback
= GSM Callback

@ Gain & CID : Adjustment output voice level of each port(GSM, FXS)
(You may reduce the level when echo and noise occured)
In addition, call number can be detected by Caller-ID
- Input Gain : Please adjust input gain when sending call is too loud or too low
- Output Gain : Please adjust output gain when receiving call is too loud or too low
- Caller-ID : It is a function to display number of callers

* Please click the apply button after set up

Addec www.addpac.com
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2. GSM PINs

% fesmeng

* Gain & CID

G5 PiNs [ o

= GSMUSSD Port PIN for SIM card
= Fax

) FO:0 |
* Senice
* Filtering b0 [

* Security
* WEB Callback
* 33M Callback

Addh‘ www.addpac.com



3. GSM USSD

* Gain & CID UsSD

* GSM PINS =
= FH.‘-{ P01
= Senvice

Data Code

NG
| + Send

* Filtering
* Security
= WEB Callback
= 5SM Callback

AddPac

www.addpac.com
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4. GSM Band

Miscellaneous (-]

= Call Status

* System Status

* 35N Status

* CallLog

= Swystem Log

* Ping /
F GSM Band |

* BTS Selection
= GSM BTS Info

AddPac

| GSM/ GSM Band Selection

Band Selction Mode

Auto

Auto

PO:0 w

Apply
CCM Rand Calactinn Catti
VIVE paAaliu vcicuiLlivli Jouul

- Auto (Default)

- 900Mhz + DCS 1800Mhz
- 900Mhz + PCS 1900Mhz
- 850Mhz + DCS 1800Mhz
- 850Mhz + PCS 1900Mhz

www.addpac.com

Auto

GSM 900Mhz+DCS 1800Mhz
GSM 900Mhz+PCS 1900Mhz
GSM 850Mhz+DCS 1800Mhz
GSM 850Mhz+PCS 1900Mhz
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4. BTS(Base Terminal Station) -1

Miscellaneous (-]

= Call Status

* System Status
* GEM Status

* Call Log

* System Log
* Fing
* SN Band

t BTS Selection |

* GSM BTS Info

AddPac

| GSM /BTS Control

Port BTS Selction Mode BCCH

PO:0 Auto N.A

PO:1 Auto N.A
POD v Auto ﬂ

Auto

Apply BCCH
RSS1

1]
- Auto (Default) : The most highest power cell will be selected
- BCCH : Choose specific cell by entering BCCH value manually

- RSSI : Choose cell which has specific RSSI level
Cell will be selected in accordance with set interval

www.addpac.com

RSSI & Timer

N.A.

N.A.

-10dB  « Osec

-
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AddPac

Advanced Service(etc)

N A wWwDhE

NAT Static Table
NTP

File Browser
FAX

Service
Filtering

. Security

Language

www.addpac.com
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1. NAT Static Table

EEN 4
| NAT Static Table

* Language

= AR Setup IP Protacol Global Port Local Address Local Port Selection

= LAk Setup v ] [ ] Add |
MAT

* NTP

= File Browser

@O NAT Static Table
- You may setup IP Protocol (TCP, UDP). You may send the desirable data information (comes through Global Port) by
changing (Local Address, Local Port)

* Example

- Global port : 5060

- Local Address : 10.1.1.1

- Local Port : 5070

--> Forward by changing the information which comes through 5060 port to 10.1.1.1, 5070 port.

Addec www.addpac.com

54



EZEE © [

* Language
VAN Set € Enable # Disable

- (=3 (8] 4]
Primary Server | (Domain Name or IP Address)

= LAM Setup

- N.'EI'-T NTP Secondary Server | (Domain Name or [P Address)
Interval I_ (1~72 hours)

* File Browser Hours Offset (-23~23 hours) - (0~60 minute)

@ NTP : Input information of NTP Server

- Click the apply button for NTP activation

- Primary Server : Input IP or domain name of NTP Server

- Interval : Interval to request and receive data from NTP server

* Please click the apply button after set up

Addpa‘ www.addpac.com
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3. File Browser

® | File Browser
System ]

- Language Index of Root/flash/
= WAN Setup tiame St
= LAN Setup &l e
* NAT ﬂ apos.cfy 61K
- N'rp g
- [ booter.cfg 03K
.
J booter cig~ 0.2K
&  0s2000_g2_v8_41_03Thin 33M

Browse.. Upload

@ File Browser
You may download or upload GSM Gateway image file.
- Download : Click on image file then download will be processed.

- Upload : Click browse to search image file. Click on upload button then image file upload will be processed.

Addec www.addpac.com
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Directory

CFG

CFG

BIN

Last Modified

1970-Jan-01 00:00:07

2010-Jul-24 14:01:40

2010-Jul-20 22:49:24

2010-Jul-20 22:49:24

2010-Jul-24 12:30:38
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4. FAX
¥ IFax ]

= Gain & CID

= 33SMPINs

_
* Senvice

= Filtering

= Security

* WEB Callback

= 335M Callback

Fax Mode & & 738  Inband T.38 € Bypass

Fax Rate & " Disable 2400 ¢ 4800 ¢ 7200 9600 ¢ 12000 ¢ 14400

(D Fax : Setting the property of FAX mode
- Fax Mode :
- T.38 : FAX signal is being sent by T.38 packet with new session opening. In case of using T.38, FAX Rate is
needed to be set
- Bypass : FAX signal is being sent by RTP. FAX Rate setting is not required
- Fax Rate : Setting FAX transmit rate. Default is 9600bps and the range is from 2400bps to 14400bps

* Please click the apply button after set up

Addpa‘ www.addpac.com
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5. Service

®

* Zain & CID

= G3MPINs aopicaton

* Fax Senvices &
* Filtering

* Security Timer®

= WEB Callback

* GEM Callback Call Service @

SIP Transfer @

@ Service : Set extra features

¥ Enable Telnet

¥ Enable HTTP

I Enable FTP

Inter Digit Time

Transfer

Hold

Made

Server Port

Server Port

Cantrol Port
Data Port

B2 tdetautt 23, 1-65535)
B0 (default 80, 1-65535)

BT (detaut 21, 1-85535)
PO (deaut 20, 1-85535)

B sec (default 3, 1-800)

" Hook-Flash & Not-assigned

" Hook-Flash & Not-assigned

 plind © Attended

- Application Services : The port setting for each Telnet , HTTP, FTP
- Timer : Adjust digit time for phone connected to GSM G/W

Set time limitation between Digit and Digit

- Call Service : Call-Transfer Set Activation and Call-Hold function

(Hook-Flash - Activate , Not-assigned - Inactivate)

- Transfer Mode : GSM G/W supports blind mode and attended mode. To use this function, call transfer mode

must be activated.

* Please click the apply button after set up

AddPac

www.addpac.com

58



6. Filtering

®© .

* Gain & CID FTP Filter
* GEM PINs
* Fay MNetwork Addr Network Mask Control
* Semvice it
- > HTTP Filter
= Security Oz
* WEB Callback TNetwork Addr Network Mask Cantral
* GSW Callback 172.17.108.109 255.255.0.0 Delete |
Add
Telnet Filter
Network Addr Network Mask Control
Add

@ Filter : Setting IP address authorized by administrator for connection

- FTP Filter : The only device with the IP address authorized by administrator can access FTP connection

- HTTP Filter : The only device with the IP address authorized by administrator can access WEB connection

- Telnet Filter : The only device with the IP address authorized by administrator can access Telnet connection

* Please click the apply button after set up

Addpa‘ www.addpac.com
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7. Security

Advanced -]

* Zain & CID

= G3MPINs

* Fax

» Sernvice

* Filtering

= WEB Callback
= 33M Callback

®

| Security
IP Filtering & " Enable ™ Disable
WarDialing Filtering & " Enable  Disable
Allow Digit Length{IP to PSTH)&  pin Max
SIP Shutdown'& " Enable ™ Disable

=y

@ Security : Set security to block unauthorized call

- IP Filtering : The only call made from the device with IP address listed on GSM G/W is available to make call
- War Dialing Filtering : The only receiving call listed on dial plan is available to make call

- Allow digit Length(IP to PSTN) : The only receiving call within range of set number is available to make call
- SIP Shutdown : Set using SIP Signaling. It must be enabled with SIP communication

* Please click the apply button after set up

AddPac
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8. Web Connection via Console Port

B | Configure Language

« LAMN Setup O =20
= MAT @ English
* NTP O Porugal
= File Browser

| & Apply

@ You may choose three different languages.
- Korea
- English
- Portugal

* Language setup will be applied immediately once you click on apply.

Addpa‘ www.addpac.com
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AddPac

Monitoring

1.
2.
3.
4.
D.

Call Status

System Status

GSM Status

Call Log / System Log
Ping

www.addpac.com
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1.

Call Status

Miscellaneous [=]

®

Call Status

System Status
GSM Status
Call Log
System Log

\

Ping

GSM Band
BTS Selection
G5M BTS Info

AddPac

[ call Status

Port Status (Analog)

Slot Port Group
Port 0(BSM) 1{GSM) 2(FXS) 3YFXS)
SLOTO Status R I I I
Select
Unblock Block
Connection State : (Connected) (Disconnected || Blocked)
Call State : | (idle) (Ring | Dial) (Called) (Caling) (Blocked)
Call 5tatus
Port® | Direction @ Established Time &/ Calling Number &/ Called Number &/ CODECY Src/Dest. P&

0/0 GSM Out N.A. 500 N.A. A
0/0 GSMIn NA. 1000 NA. NA

Call Status : The status of GSM G/W port and call can be monitored in real-time

(D Port Status : Monitoring GSM G/W port
@ Call Status : Monitoring call status

www.addpac.com
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2. System Status

Miscellaneous [=]

= Call Status ‘
* System Status

* GSM Status \
* Call Log

= System Log

* Ping

# GEM Band

* BTS Selection
= GSM BTS Info

AddPac

I System Status+

Voice Port
Fars LineType Etatus Intain CutCaim  TieType TieDigiss Callfum Tealled Tealling
o/ 0 L Tdle a El e -1 -t
o1 o Idle L} Ll narm -1 -1 1
o s 141 o a . t 1 1
oy 8 s 1ale a a ara 1 1 1
SIP WA

EIF femoce-Tarey-ID : Ddsabied
HIP Local Bust Wass
SIP Confecence Jesves Info
Hame (1D = WULL
Ealated Veip Tag = -1
SIF WAT Infa
TING = Disabled

5IP Hook-Flash Event (INFO| Igncce = FALSZ
SIP Time Sync With PECISTER Meg = FALIE

System Status : The system status of GSM G/W can be monitored

www.addpac.com
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3. GSM Status

Miscellaneous [=]

= Call Status
* System Status
|' G5 Status |

« Call Log \
= System Log

* Ping

# GEM Band

* BTS Selection
G5M BTS Info

AddPac

| GSM Status

GSM Port Status & Information &'

Device Infomration Accouting (Used/Quota/Free)
Register Status &) Signal Strength & Voice Quota(secs) & SWS Quota(E.A.) &
UNREG 0dB 0r-11-1 0r-1i-
REG 0dB 0r-117-1 0i-1i
twinrlee gtatiic lleana fran ha manitarad
LVVUI N0 oLAatluo, UQGHU vall Yo hiiviiiwvicu
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4. Call Log / System Log

Miscellaneous (-] | Call Log

Call¥um EventTime Descrips CallingPartyNum CalledPartyNum RemoteInfo SetupTime Dur Reazon
= Call Status

2> Apr 21 13:10:58 loeal 1000 2000 - 0 Local:Management

< 1> Apr 21 13:10:52 incomming s00 2000 0 Local:Management

* System Status

* GEM Status

[+ callLog |
|* System Log |

Call Log : Monitoring all of call history
% Call history will be clear with rebooting

* Ping

* 35N Band
* BTS Selection | system Loge
= G5SM BTS Info

commznd logging buffers (messages logged)

event logging buffers (messages logged)

System Log : Monitoring GSM G/W System log

Default setting is off. System log can be monitored by telnet connection

and entering CLI command is required

(Please contact to AddPac technical support team for more detail)
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5.

Miscellaneous [=]

Ping

Call Status
System Status
GSM Status
Call Log
System Log

v

Ping |

GEM Band
BTS Selection
GSM BTS Info

AddPac

| Pinge

Host address 1721711

PING 17217.1.1 (172.17.1.1): 56 data bytes

84 bytes from 172.17.1.1: icmp_seq=1 =255 time=0 ms
84 bytes from 172.17.1.1: icmp_seq=2 ttl=255 time=0 ms
64 bytes from 172.17.1.1: icmp_seq=3 ttl=255 time=0 ms
64 bytes from 172.17.1.1: icmp_seq=4 ttl=255 time=0 ms

— 172.17.1.1 ping statistics —
S packets transmitted, 4 packets received, 20% packet loss’
round-trip minfavg/max = 0/0/0 ms

Ping : Network status can be checked by pinging

www.addpac.com
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